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Speech Waveform Recovery from a Reverberant Speech Signal

Using Inverse Filtering of the Power Envelope Transfer Function
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Fig.3 Room impulse responses for reverberation time
(a) Tr = 0.3s, (b) Tk = 0.5s, and (c) T = 1.0s.
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Fig.9 Power envelopes of (a) source signal, (b) re-
verberant, and (c) recovered signal waveforms
shown in Fig.7.
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